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(creative voice file format) 2

Header Block Data Block (Sound Blaster User Reference Manual,
1989)
. Header Block
Header Block creative voice file
20
) OH-13H file description 20
1 “Creative voice file’MAH
) offset to voice data location Header Block
N 1AH 2 14H-15H
) voice file format version number 16H-17H 2
Version format
) voice file identification code 18H19H  code |oad
(voice file) code complement  file format version
number 1234H
version ; comp(OlOAH) + 1234H = 01129H
2. Data Block
data block data block (BLKTYPE)
block (BLKLEN)
(sampling rate) , (packing) 1
(voice data) markers / remark

data block (BLKTPYE) hlock



) Block Type 0 “END BLOCK” block

block block , ,
00
) Block Type 1 “New voice block”™ block
sampling rate  packing method
BLKLEN sampling rate code (SR)
SR = 256 - (1000000/ )
(packing format,PACK)
PACK
0 8 hits unpack
1 4 hits packed
2 2.5 hits packed
3 2 hits packed
( ) = BLKLEN - 2
0l CLKLEN SR PACK VOICE DATA

) Block Type 2 “sub sequent voice block”  block
BLKTYPE 1
block format

02 EjSLKLEN \VOICE DATA



A

) Block Type 3 “Silence Block”

(voice data)

3

03

silence oeriod

CLKLEN

) Block Type 4 “maker Block” . block
output

04

biklef

) Block Type 5 “message block”

05

Block Type 6

block

0

(silence period)

PERIORE SR

BLKLEN

maker

synchronization control

MARKER

A

ASCII NULL STRING (ASCII 0) block
1
BLKLENj ASCII DATA
) Block Type 6 “Repeat Bock”
Block Type 7 COUNT
COUNT+1  BLKLEN 2
I I T
06 BLKLEN COUNT
) Block Type 7 “Repeat end block” block
Process )
07 IBLKLENI

59

Al
NULL
Block
Block Type 6
BLKLEN
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